3 GENESYS

This PDF is generated from authoritative online content, and
is provided for convenience only. This PDF cannot be used
for legal purposes. For authoritative understanding of what
is and is not supported, always use the online content. To
copy code samples, always use the online content.

SIP Endpoint SDK Overview

T-Lib-Initiated MakeCall INVITE

12/19/2025



www.princexml.com
Prince - Non-commercial License
This document was created with Prince, a great way of getting web content onto paper.
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T-Lib-Initiated MakeCall INVITE

Warning

This documentation is outdated and is included for historical purposes only.

Description

RFC 3725 is a configuration flag that can be set to 2 (the default, which causes the T-Lib-Initiated
MakeCall re-INVITE to be used) or 1. When the parameter is set to 1, the call flow will be as given
below. Notice in this case that according to the RFC (best current practices for third-party call control)
UA1 does not get an ACK until UA2 has responded with 200 OK. In this case, SIP Server does not send
a re-INVITE to UAL.

@ Note: Usually, the re-INVITE call flow is the preferred use case. This is the default behavior of SIP
Server, unless the RFC3725 parameter is set to 1.
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