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9.0.031.006
SIP Endpoint SDK for .NET Release Notes

9.x

Release Release . . . .
Date Type Restrictions AIX Linux Mac Solaris Windows
03/30/23 General X
Helpful Links
What's New

Releases Info

This release includes only resolved issues. _
e List of 9.0.x Releases

¢ 9.0.x Known Issues
Product Documentation

* SIP Endpoint SDK

Resolved Issues
Genesys Products

This release contains the following resolved issues:
¢ List of Release Notes

Processing re-INVITEs for video call is improved to properly restart video stream when codec
parameters are changed in the new offer SDP. In previous versions, outgoing video stream might be
stopped and not restarted in this case. (SEPSDK-2960)

Processing of SRTP errors in SIP Endpoint SDK has been fixed to recreate the SRTP context in the
following cases:

e call duration is long enough for RTP sequential number to roll over to zero

¢ SSRC in the incoming RTP stream changes multiple times after re-INVITE
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In previous versions, SIP Endpoint SDK reported SRTP-error(13) and discarded the undecoded
packets causing call drops by inactivity timeout (SEPSDK-2947)

Upgrade Notes

No special procedure is required to upgrade to release 9.0.031.06.
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